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STRUCTURAL CONSTRAINTS FOR IMPROVING THE EFFICIENCY OF GENERATIVE
AUDIO SIGNAL MODELING

VY Garatbox 3amadax oOpOOKM MOBJIEHHS Ta ayJi0 KJIIOYOBHM OOMEXKEHHSM € HecTaya SIKICHO
pO3MIYEHMX JaHUX Ta JIIEeH30BaHUX JaHuX. lle cTocyeTbcs sIK MaJopecypcHHUX MOB, TakK 1
CHellaJli30BaHUX JOMEHIB, BKIIOYHO 31 CIIBOYMM MOBJIEHHSM. Y TaKMX yMOBaX BHUHMKAe Morpeda B
MeToJ/laxX, SIKI 3a0e3MeuyloTh e€(peKTHBHE MPEJCTABJIEHHS CUTHAJly Ta CTIMKE HaBUaHHS Mojeseil 3a
oOMexeHuXx 00csriB gaHux. CTpyKTypHI OOMEXKEHHsS B I'€HEpaTUBHUX ayJlOMOJENAX € KIHOYOBUM
YUHHUKOM TIJIBUIIEHHS J1aHOE()EKTUBHOCTI, OCKUIBKM BOHHM 3MEHIIYIOTH PO3MIPHICTH MPOCTOPY
GyHKIIH, IKUi Mae OyTU BUBYEHHM MEpeKero, Ta y3roJKYIOTh ONTHMI3aLiio 3 (PI3MUHOI0 MPUPOJIO0
CUTHAITY.

Y pamkax audepenmiiioBHoi 1udpoBoi 00poOku curHamiB (DDSP) Taki oOmexeHHs
peani3yroTbCsl yepe3 anpiopHo (ikcoBaHI TapMOHIYHI i IIYMOBI TeHEpaTOpH, IO JT03BOJISIE MOJENTI
HaBYaTHCS JIMIIE KePYyBaHHIO HU3bKOBHUMIPHUMHU TeMOpaJIbHUMH NapaMeTpaMH 3aMiCTh BiJITBOPEHHS
BHCOKOBUMIpHOTO ayaiocurHany [1, 2]. 3okpema y mocmipkeHHsx [3, 4, 5] mokazaHo epeKTHBHICTH
naHoro (GpeiiMBOPKY Ui MOJIETIOBAHHS MOBJIEHHS Ta CIIBOYOTO MOBJICHHS.

JlonaTkoBe CTPYKTypHE OOMEXKEHHS y BHIJIAAI 0araTOpiBHEBOIO 3aJIUIIKOBOIO BEKTOPHOTO
kBauTyBaHHad (RVQ) nuckpernsye natreHTHHE mpocTip 1 (GopMye KOMITaKTHE, CTiMKe A0 IIyMiB
MPEACTABIICHHS, SIKE 3MEHIITY€E HAUIMIIIKOBY BapiaTUBHICTD 1 CIIPHSIE perysapu3aiii moaeri [6].
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