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O06’exToM JOCHIAKEHHS OOpaHO KOpEHCbKYy MOBY, aBTOMaTH4Ha OOpoOKa SKOi yCKJIaJHEHa
KOHTEKCTYaJIbHOIO (POHETUKOIO Ta PpO3ralyKeHOK liepapxiero BBIwIMBOCTI. Ha cydacHomy erari
KOpHCTYBayl 3MYyILIEHI IIyKaTH KOMIIPOMIC MK BUCOKOTOYHHUMH XMapHUMH CEpBiCaMU, BUKOPUCTAHHS
SKUX TOB'I3aHE 3 PU3UKAMU Ui MPHUBATHOCTI, Ta 3aXMILEHUMH, MPOTE€ MEHII (PyHKIIOHAIbHUMU
aBTOHOMHHUMHU 1HCTpyMeHTaMu [1].

VY po0oTi 00rpyHTOBAHO MPOrpaMHa apXiTeKTypa, COPSIMOBAHA Ha BUPIIIEHHS ONTUMI3aliiiHOI
3a/1a4i CIIBB1IHOIIEHHS TOYHOCTI 0OpOOKM MOBIIEHHS Ta KOH(iaeHI[iitHOCTI naHuX. HaykoBa HOBH3HA
JOCHIIKEHHS TOJIATaE Yy KOMIUIEKCHIN 1HTerpanii odnaiiH-Moeneld Ta XMapHUX CEpBICIB Yy Mexax
€IMHOI CUCTEMH aBTOMATUYHOTO po3mi3HaBaHHS MoBJIeHHS (ASR) [2] Ta MammmHHOTO MepeKiiamy.
PeanizoBaHo MoOIynbHUH MiAXiA 13 BUKOPHCTAHHSM CTAaHJAPTHU30BAHOTO KOHBEEpa MOIMEPEIHbOT
00pOoOKHM ayJiocUrHaNiB. 3 METOI0 HIBEJIOBAHHS BIUIMBY aKyCTHYHHX 3aBaJi 3aCTOCOBAHO METOIU
CHEKTPaJbHOIO BIJHIMAaHHA, HOpPMali3alii aMIUNTYAd Ta CEeTrMEHTallll CHUrHally, HI0 TapaHTye
aJaliTUBHICTh CHCTEMH [0 TETEpPOreHHHWX YMOB ekcrutyaramii. /[{ns 3abe3nedeHHs THYUYKOCTI
migcucreMu ASR po3po0OieHo TiOpuaHy apXiTeKTypy, SKa MOEIHYE IB1 MOJAEII 3 KOMIUIEMEHTAPHUMHU
XapaKTEepPUCTHKaMU. 30KpeMa, mojneinb Vosk 3abe3neuye edexktuBHy KoH(DIiIEHIHHY oOpoOKy Ha
MPUCTPOSX 3 OOMEKCHHMMH OOUYMCIIOBAIBHUMH pecypcamMu, TOoAl sSK Mojaenb Whisper rapaHTtye
MaKCUMaJbHy TOYHICTb TPAHCKPHWIIII HaBITh 3a HAasBHOCTI IIYMIB Ta iaJeKTHUX Bapiamii. Takwit
MIJIX1 YMOXIJIMBIIIOE KOHTEKCTHO-3aJICKHUN BHOIP MIX OMNEPATUBHICTIO aBTOHOMHOTO PEKUMY Ta
MPEIU3IHHICTIO PEeCypCOEMHUX OOYHMCIICHb. J[Js MiABUINEHHS JIHTBICTUYHOT TOYHOCTI MIACHCTEMH
MAIIMHHOI'O TIEpEeKIay, 3acTOCOBAHO METOJ 3BakeHoro aHcamOmto. basyrouncs Ha cuHeprii
«yHIBEpCAJILHOI» MOJEJ Ta «CHeLiadi30BaHOI» MOJENl, JTaHUH MEeTOJ JEeMOHCTPYE 3HAYHY IepeBary
Ha/l MOHOMO/IEJIbHUMH PIILIEHHSIMH.

Pe3ynbraT eKcriepuMeHTaIbHUX JOCHIDKEHb MIATBEPUKYIOTh €(DEKTUBHICTD 3alIPOINOHOBAHOT
riopuaHoi cucremu: nocaruyto nokazHukiB WER na piBai 5% ta BLEU — 0.85. MogynbpHa
apXiTeKTypa YCIIIIHO 3a0e3reuye OaJlaHC MDK TOYHICTIO Ta TMPUBATHICTIO, IO JIO3BOJISIE
PEKOMEHTyBaTH PO3pOOKY LIS BIPOBAKEHHS Y PUKIIAIHI 3a7a4i pi3HOTO Mpodito.
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